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Wiener Filtering (WF) [3], Spectral Subtraction (SS) [4],
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plitude (MMSE-STSA) £ [5] 1%, oy LA 7o 5 1E Fik
ELTRLSHIZEES TN D.

LU, FERUPALELITE R 22 MEF HIE & M OHEE RS
DOMENS, BOBEFDELPIFEL, x> THIZD
DWEFRERDIENHD. iz, HAGEHIZ [T a—
THN I AR EMHENDFADOELPEC DN D D
Ra— VU A RENT, IR E T L TAE 5125
ETHNLHRECDOELTHY, ZOMEOHEREY IR
EBREFROMELE LI{AHLSED.

BRR DEREYET D HEE UTHEEE IS
HHE (Harmonic Regeneration Noise Reduction: HRNR)
DIREINTWD [6]. BFSINEFITIIEERT N
KEENTEY, HEMEEZITH) LEFTOL OEE
R ko s . HRNR IZHESMEIL K - TRDOILZE
B EELL, LV REORWEFEZBZLIEMTHD.
HRNR ##82 L7=3m3C [6] Tik, — a0 HEEmEFEI
%LU TCTHRNR ##Hl CT& 5 & &N TW5DH, WFIZDW
TOFMERO LR EN TV, £ 2 THAIE, SS &
MMSE-STSA {£I2%F L C HRNR %3 L7215 51220 T
FH 2TV, SENAREINDSZEEHALNICLE (7).

—HT, IBHEEIECS N T 2a—Y IV A X%
B RESETICHEEMEZITD TR 2a—T 7 ) —H
BIE] PREIN TS [8-10]. FHEO@EY,
AN ARFZNZE > THRY REATHDL2D, Ja—
PAN A RXT ) —HEEIEE, AR R T AT
THMEMTHS. FTH, Nakai 513 MMSE-STSA
BIZHEASL I 2=V IN A X7 ) —HEMETIELRE
LTW5 [9]. ZOFELMMSE-STSA {EIZ/ A 7 A&
FATSNREE X HEATHZLIRY, I2a—VhL/A
REFAEIET, 1o, HEFROELEDDVRVMEETEZGH
NLHETHD.

AWFIE TIEANA T AfF & FHT SNR #EE 4 E A L7
MMSE-STSA #£2% L, HRNR ZJgfl4 22 & Tl a—
AN A R B BESET, KVEBEFORLENDR
WHEEIETFELZRET S.

2. BEHEME
2.1 EBEDEE
MES 2 A DEIES o) 13, TOHEFES s(t) LS
F5 nt) PERVROXTRIND.
x(t) = s(t) +n(t) (1)

X (1) 2ERM 77— =T 52 LT, kORUZESH
DEFANRT PNVELFD.

R

X(p,k) = S(p,k) + N(p, k) (2)

ZIT, plIERHT L —ADA Ty IR, kT L—
LNDOREEEA T v 7 AT
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HESINE & 1%, BUME S DAY MV X(p, k) (T A
MTA v Glp k) T AbYE, KORICRTEFES
DARY MVOHEENE S(p k) ZRDDHZ L ThD.

S(p.k) = G(p, k)X (p, k) (3)

ZIT, AT MHF A NIHEMETEICL - THRR S
28, —MXAIZIZERT SNR £(p, k) & ## SNR ~(p, k) OB
HThHY, kO LIHITEES.

G(p, k) = g(&(p, k), ~(p, k) (4)

BEH g 13k 2 7 R INETIEDO AT MVFA VB E
M5 (WF, MMSE-STSA {£72 L) [3,5]. £7=, &(p, k)
Ey(p k) ITROKXTERIND.

E[|S(p, k)|?]
k)= B 5
N = R, b ©)
| X (p, k)|?
k)= 2T 6
"0 B, b )

AT 2R

2.2 MMSE-STSA %

MMSE-STSA 1%, O EFEE L HEHFE 5Ok
BARYT VOV ZREE L RNCT HFIETH D [5].
MMSE-STSA D 22 kL7 A > Ggrsal(p, k) (TR
XTERIND.

_ Ve k) (3 L
GSTSA(p7 k) - 'Y(p, k) r <2> M (_27 ]-7V(p7 k))
(7)
22T, T(h), M(a;b;2) i ZEhEhT e~k H—HE
AIBRMEHEEL, vip k) IFROXTEEND.
£(p, k)
BVCLIN 8
L ®
HHT SNR £(p, k) ZRDDFRICHEFEH OB RS LI & e
L0, FERETEFEBEZHANCHDLZ LITTERN. £
ZT, KA THEEINS decision-directed {EZFIF L, =i
SNR £(p, k) 2 HET S [5].
: Gp—1,k-1D)X(p-1)?
£(p, k) =a <
E[|N(p, k)|?]

v(p, k) =

ZITC, alTEEMREE RN, BT L —ADERE ED
FREEF AT SNR OHEEICFIAT 20 &2 RO H/RT A =X T
HBH. —IZ, a=098 LRETIEFEOH TR E
W& Ehs [3,5]. Max|a,b]1E, a & bDHHREVMELE
WT 2B THD.
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2.3 HRNR
2.3.1 HRNR O SNR

—RRAIC, WRICHEEIEZAT O & EF AP O ER SN
EBH, EREOMEAESHILEIESH. HRNR TRk bhifEHs
o w# LT AT DICRESNTEFIETH S [6). HRNR
DO ER 1IZ7n7T. EMECLI->TEHEN
721845 S(p,k) T, HRNR IZBIF 5 AT b LA
A > Gurnr(p, k) a+ 13 5. "Eﬁ?fﬂrkﬂﬁ‘% ZIRD
DX ST, BEMEZIC HRNR B D AT hL7 A
¥ Gurnr(p, k) T T/a\?bﬂi, EF1E7?®XJ\7 KL
EM Surnr(p, k) 2K 5.

Strnr (P, k) = Gurnr (9, k)X (p, k) (10)
HRNR (2817 5 AT M5 A Gurar(p, k) (ZULT
\-ﬂ_\"?pi 912, HRNR ®FHHij SNR gHRNR( ) L H%
SNR ~(p, k) DB TER N D.

Gurnr(p, k) = h(Earnr(p, k), 7(p, k)) (11)
22T, BE LTI (4) O g LRBRICHESMES A v

RBIRCXx 5. ¥7-, HRNR OFi1 SNR urnr(p, k) 1,
KOXTREND.

1S(p, k)|?

E[|N(p, k)[?]
‘Sharmo(pa k)|2
+ A =plp k) — -
E[|N(p, k)[?]
22T, p(p, k) X Eurnr(p, k) OHEEICHESTELE 50 2
7 b S(p, k) O E L ORERAT 5 0% 5%
FA=HTHY, K (4) IR THHEEMETIED AT hr
FAVCRETDHERBWEEND [6). £72, Sharmo(p; k)
ITETEE T DAY MV EMEEI, RO LI IZEFRSIND.

[NL@mﬂm@mD} (13)

T 2T, NL(-) (3R RI% e, -r&pi%is &),

FT[], IFT[] X7 —V =4, W7 —U =48

ERT.

2.3.2 HRNR O#EIMEEL I 21—
ENE&%

HRNR IZEBWT I a2 =YW A ARFAE L2 WR
(LT, 2=V /A4 X7 Y —IREE) BEET D0
FBRIZ L VT 5. 22T, HRNR O AT A —4 %
ZAL S, HEFMERL I 2— V) A AREROBIR
A L.

FERIZHTY, MEEMERE I 22—V ) A AR
OO 7=, Zh £, Noise Reduction Rate (NRR)
& Kurtosis Ratio (KR) Z v /- [8]. F£7z, KRA1LT
DEE, Ia—ThN A XRFELTWRNT LER
T EBREME LT, BUEE A2 AJISNR 0 dB TIRA L

Earnr(p, k) =p(p, k)

(12)

Sharmo(pa k) =FT

CHIL A XHEE
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Fig. 1 Block diagram for HRNR.
1.5
p=1.0
141 Q:‘\
—
o013} %0ceececsc oo o o (9
e p=0
2 1.2}
2
211}
10F- - - - - - s oo e
0.9 ) ) Musical-noise-free state
10 11 12 13 14
Noise reduction rate [dB]
B 2 HRNR ICBITF2HEMERSE I 2— YWV A AFERD

ESIER
Fig. 2 Relation between NRR and KR for HRNR with increas-

ing parameter p.
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% 2T, Nakai bIE—#xAY72 MMSE-STSA {EIZ/3 1 T A
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HEZREL, ROLIIHESND.

Glp =Lk DX(p- 1P
E[|N(p, k)[?]
+ (1 — a)Max[y(p, k) — 1,¢] (14)

gbias =«

ZIT, el dINATAETH S.

3. REFH

3.1 NAF7REH%EALI- HRNR OEHi SNR
BrlEIa—T N A4 X el RBEIRT, EFEEL
BOLIRWHEEMETFEEZ B E LT, HRNR IZHES<
Ra—VANIART ) —HEMEFEEZRET S, &
I, MMSE-STSA {EIC A 7 AEEFHR T HZ & T a—
AN A XFERPBAOT D ENMEATVDS [12].
# 2T, Fx 3 HRNR O %5 SNR Egrnr(p, k) (25 LAY
AT AEERT, X (12) EROLHITEFTDH.

gprop(p7 k) =pconstMax [E[N(p, k)|2] NO

|Sharmo(p» k)|2

O o) R, P

T2, Epop(Dy k) IHRRFIEICE T 5 HEATSNR, & 1334
T A, peonst 10 < peonst < 1 DEHTH D . Eprop(p, k)
ERANT, & (11) EFEECASY FAFA Y Gprop(p, k)
155

Gorop (P, k) = 1 (Eprop (P, k), Y (P, k) (16)

2T, B I (4) @ g ERBRICHEEIE S A v
BBIRTED.

3.2 REFZOHBFNEELIA—PHIL/ A XFEESE
O] [EA

2.3.2 fi L [AIERIC, 2 (15) ONEI ST A—4 B AT L, #7
RTFEOFEEZMET D, K (15) 121F peonst £ € D 2 D
DNRFGRA—=ENH DM, R TIE peonst ZEEL, & &
BASEDZ L L LT peonst 0.1, 0.5, 0.9 LEE LT
3ODMICEEL, & %025 3.0 £T0.05 %A TELS
7.

ERTFIBCBT A MEMTEREE I 2 — UV ) A X534
BOEREX 31T~ INn, & EHNs®5 & NRR
BEAT D2 Enbs. E6IT, ¢ =0 »5HEMNLIED
DI TITEIZ KR B35 8, & 23 3.0 125< 1
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DOEAE, D2 SOBFE LTI 2=V IV /) A X7
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with increasing parameter &’.
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[ MMSE-STSA estimator Musical-noise-free MMSE-STSA estimator
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Fig. 4 KR at 0-dB and 5-dB input SNRs.
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5. F&H

AT, HRNR IR LI 2= BV ) A X7 —
MMSE-STSA &6 L7 FEAERZE L. RIZ, MMSE-
STSA ¥, HRNR, I =2—YH/1 /) A4 X7 Y —MMSE-STSA
EE OWRFER AT/, IRERN S, BETIHRII = —
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Ra2—TUHN A RT Y —IREOTFEIC DWW CHEGRHAICH
5N 5.
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